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Phone Settings - Features - Allow IP Call

: System
+ Network
+ Line

+ Phonebook

+ Call logs

+ Function Key

System

Network

* Line

Phone settings

Phonebook

logs

Function Key

«Apply».

Menu - Status OK.

Common Settings >>
DND Mode
Enable Call Waiting
Enable Call Transfer
Enable 3-way conference
Enable Auto Redial
Enable Call History
Auto HangUp Delay
Hide DTMF
Enable Silent Mode
Enable Intercom
Enable Intercom Tone
P2P IP Prefix
Auto Headset
Emergency Call Number
Enable Password Dial
Password Dial Prefix
Enable Phone DND
Restrict Active URT Source

IP-.

IP address-.

: admin/admin

Default password is in use. Please change!
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Allow 1P Call

SIP Settings

Line - Basic Settings - SIP Settings - SIP Invite Restrict

Registration Failure Retry Interval

Trusted Certificates

Device Certificates

Ban Outgoing

Enable Call Waiting Tone v/

Semi-Attended Transfer v

Enable Auto Handdown v

(1~100)
Second(1~180)

Auto Redial Times
Auto Redial Interval
Enable Call Completion
Enable Pre-Dial v
Disable Mute for Ring

Enable Intercom Mute

Enable Intercom Barge

Ring From Headset

DND Response Code
Busy Response Code
Reject Response Code

Encryption Number [
Length (0~31)

Push XML Server

Enable Multi Line

Default password is in use. Please change!

SIP Invite Restrict

Enable SMS direct display

Enable Received SMS Save

Enable Received SMS Ring

Transaction Timer T1(0.5~10s}

Transaction Timer T2(2~40s)

Transaction Timer T4(2.5~605)

STUN Settings

STUN NAT Traversal

Server Address

Server Port

Binding Period

SIP Waiting Time

4
millisecond
millisecond
millisecond

FALSE

3478
second

800 millisecond

Apply
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